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Media

* Audio
* G.711 and Opus MTI
* Don’t offer Opus if gatewaying to/from PSTN
* Anything else?
* Video
* H.264 is the only MTI codec
* Anything other than what WebRTC says about H.264?

* Text
 RFC 4103 (RTP transport)



Provider vs RUE

* Text now has things like “rue MUST, providers MAY”
* I'd like to get away from that and just talk about the interface
* Discussion?



Make decisions on

* Provisioning (discover and download json file)
* How to handle username/password

* Contacts
e Upload/Download (file of JCard)
e Real Time Sync (CalDAV)

* What else?
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