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Indoor Location provided by BlueTooth Low
Energy iBeacons
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The system to be developed
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SIP Caller

Indoori Location App

WebRTC-PSAP Module
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This Week-end work

We have to build a WebRTC Call taker page meeting some requirement which
include the ability to:

a.Handle a SIP over websocket call

b.Handle a WebRTC call

c. Display the caller Indoor Location information

d.Display the geolocation information provided by the browser



Future Work

Build the web caller page which include the ability to:

e Request the Indoor Location Information
e Request the Geolocation Information
e Send all location information through the data channel



